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Abstract –In this paper, we propose HSSANet, a novel Harmonic-Structured Spectral Attention Network designed for the 

efficient and accurate classification of musical instrument sounds. The proposed model captures intricate harmonic 

structures and selectively focuses on significant spectral features to distinguish between different instruments, even under 

challenging acoustic environments. By integrating harmonic decomposition and an attention-based mechanism, HSSANet 

enhances the model's ability to prioritize relevant frequency bands and ignore background noise. Extensive experiments 

conducted on benchmark musical sound datasets demonstrate that HSSANet outperforms existing state-of-the-art methods 

in terms of classification accuracy, robustness to noise, and computational efficiency. This work highlights the potential of 

harmonic-aware spectral learning in advancing intelligent sound classification systems. 

Index Terms –Musical Instrument Sound Classification, Harmonic-Structured Spectral Attention Network, Deep 

Learning, Spectral Feature Extraction, Audio Signal Processing, Sound Recognition, Intelligent Acoustic Analysis. 

 

1. INTRODUCTION 

The classification of musical instrument sounds has gained increasing attention in the fields of machine learning, audio 

signal processing, and multimedia information retrieval. Accurate identification of musical instruments not only 

supports music recommendation systems and content-based audio indexing but also facilitates advancements in music 

education, automatic music transcription, and audio editing tools. However, musical instrument sounds exhibit 

complex harmonic structures, variations in timbre, and are often recorded under noisy or overlapping conditions, posing 

significant challenges to conventional classification approaches. 

Recent advancements in deep learning have demonstrated remarkable success in image and speech recognition tasks. 

Nevertheless, leveraging deep learning for musical sound classification demands specialized architectures capable of 

understanding the harmonic and spectral nature of audio signals. Existing models often fail to effectively capture the 

critical harmonic cues that differentiate one instrument from another. 

To address these challenges, we propose HSSANet: a Harmonic-Structured Spectral Attention Network specifically 

designed for musical instrument sound classification. HSSANet introduces a harmonic decomposition layer that 

explicitly models harmonic features, followed by a spectral attention mechanism that emphasizes important frequency 
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components while suppressing irrelevant or noisy patterns. This hybrid strategy enables the model to learn nuanced 

differences between instruments more effectively. 

Through extensive evaluation on standard datasets, HSSANet achieves superior performance compared to traditional 

convolutional and recurrent neural network models. Our contributions include the development of a harmonic-

structured spectral feature extraction method, the integration of an attention-based mechanism tailored for musical 

signals, and comprehensive experiments validating the robustness and generalization of our approach. 

2. RELATED WORKS 

In Zhang & Li (2024), a comparative study on musical instrument classification using convolutional neural networks 

(CNNs) is presented. This paper evaluates different CNN architectures to identify the most effective models for 

classifying musical instrument sounds, contributing valuable insights into the applicability of deep learning techniques 

in this domain. The study explores the strengths and limitations of CNNs in the context of spectral feature extraction 

and sound classification [1]. 

Chen & Wang (2024) introduce a multi-scale approach to musical instrument sound recognition using deep learning. 

Their work demonstrates the effectiveness of recurrent neural networks (RNNs) in capturing temporal features of 

musical sounds, highlighting how multi-scale learning can improve the robustness and accuracy of instrument 

classification models. This research is particularly valuable for enhancing instrument recognition in complex, real-

world audio environments [2]. 

The research by Smith & Liu (2024) investigates audio classification of musical instruments using recurrent neural 

networks (RNNs), which are well-known for their ability to model sequential data. Their work emphasizes the 

challenges associated with sequential dependencies in musical sound signals and the potential for RNNs to improve 

classification accuracy by considering temporal context, offering a valuable perspective for future studies [3]. 

Kim & Park (2024) provide an in-depth review of spectral feature extraction techniques for musical instrument 

recognition. Their work evaluates various spectral representations, such as Mel-frequency cepstral coefficients 

(MFCCs) and chroma features, and their effectiveness in different classification models. The authors discuss how 

spectral features can be optimized for more accurate classification of diverse instrument sounds, offering essential 

insights into feature engineering [4]. 

In Xu & Zhou (2024), a hybrid deep learning model is proposed for musical instrument sound classification. This 

model combines the strengths of deep neural networks (DNNs) and traditional signal processing techniques to improve 

classification performance. The study’s findings contribute to the growing body of research on hybrid approaches that 

integrate machine learning and classical feature extraction methods for improved accuracy and efficiency in sound 

recognition tasks [5]. 

Zhou & Wang (2025) explore multi-modal approaches to musical instrument classification using deep neural 

networks. Their research highlights how combining multiple data sources, such as audio features, images, and text 

metadata, can enhance the performance of classification models. This approach has the potential to create more robust 

and adaptable models, particularly for complex music datasets with varying instrumentation [6]. 

The work by Lee & Son (2024) focuses on the use of Mel spectrograms combined with ensemble learning for musical 

instrument classification. Their method, which utilizes the strengths of multiple models to make predictions, shows 

how ensemble techniques can significantly enhance classification accuracy. This paper underscores the importance of 

combining different learning strategies to tackle the challenges of instrument sound classification effectively [7]. 
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Huang & Chang (2025) propose using waveform-based deep learning models for musical instrument classification. 

Unlike traditional methods that rely on spectrograms, this study focuses on raw waveform data, which is processed 

using advanced deep learning architectures. This research demonstrates how working directly with raw audio signals 

can bypass some limitations of traditional feature extraction techniques, offering a novel approach to sound 

classification [8]. 

In Yang & Xiao (2024), an automatic musical instrument classification system is developed using deep convolutional 

networks (CNNs) and data augmentation techniques. The authors show how augmenting training datasets with various 

transformations, such as pitch shifting and time stretching, can improve the generalization capability of the model. This 

approach is particularly useful for training deep learning models on smaller datasets, a common challenge in musical 

sound classification [9]. 

The study by Sharma & Kumar (2025) delves into feature selection and machine learning techniques for musical 

instrument sound classification. They evaluate several machine learning algorithms, such as support vector machines 

(SVMs) and random forests, to identify which feature sets provide the best classification performance. Their research 

contributes to the optimization of feature selection processes, which is crucial for improving the efficiency of 

instrument recognition models [10]. 

Li & Zhang (2025) explore the use of time-frequency representations in deep learning models for musical instrument 

classification. Their work emphasizes the importance of capturing both the temporal and frequency characteristics of 

audio signals through advanced representations like spectrograms and wavelets. This research highlights how deep 

learning techniques, when combined with detailed time-frequency features, can improve the accuracy of sound 

classification models [11]. 

Wu & Liu (2024) provide a comparative analysis of different feature extraction methods for musical instrument sound 

classification. Their study evaluates techniques such as MFCC, chroma, and zero-crossing rate (ZCR) to identify which 

features are most effective in classifying musical instrument sounds. This paper offers valuable insights into the best 

practices for feature extraction, a critical step in developing accurate classification models [12]. 

In Martins & Silva (2024), the authors present a survey of musical instrument recognition techniques, covering both 

classical methods and modern deep learning approaches. They offer a comprehensive review of the evolution of sound 

classification technologies and identify current research trends. This work provides a thorough overview for researchers 

new to the field, synthesizing various methods and highlighting key challenges and opportunities in instrument sound 

recognition [13]. 

Chang & Ma (2024) investigate cross-domain musical instrument classification using transfer learning. Their study 

shows how models trained on one dataset can be fine-tuned for use with other datasets, improving classification 

performance across different musical contexts. This research has important implications for adapting models to new 

domains and environments, ensuring that they can generalize well across diverse audio sources [14]. 

Finally, Kumar & Patil (2025) propose a hybrid feature fusion approach for musical instrument sound classification. 

Their method combines different feature types, such as spectral and temporal features, to create a unified feature vector 

for classification. This approach demonstrates the benefits of combining multiple types of information to improve the 

robustness of sound classification systems, making it a valuable contribution to the field of musical sound recognition 

[15]. 

3. PROPOSED MODEL: HSSANET FOR MUSICAL INSTRUMENT SOUND CLASSIFICATION 
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The HSSANet (Harmonic-Structured Spectral Attention Network) is a novel deep learning architecture designed 

to classify musical instrument sounds with enhanced accuracy, even in challenging acoustic conditions. The model 

employs a series of steps, each contributing to the overall effectiveness of the classification process. 

 

Step 1: Input Sound Signal Acquisition 

The process begins with the acquisition of musical instrument sounds, which are collected from well-known audio 

datasets like NSynth, IRMAS, or custom-recorded samples. The audio signals are standardized to a common sampling 

rate (such as 16 kHz or 22.05 kHz) to ensure consistency and compatibility for further processing. 

1. Load the audio signal x(t) from dataset. 

2. Resample the audio to a common sampling rate (e.g., 16 kHz or 22.05 kHz). 

Step 2: Preprocessing 

The preprocessing phase involves several key operations to prepare the raw audio signals for effective feature 

extraction. Signal denoising is performed through bandpass filtering to eliminate unwanted noise from the sound. 

Normalization is then applied to scale the audio waveform, ensuring a consistent amplitude range. Finally, the audio 

is segmented into smaller frames, such as 2-second segments, to facilitate the extraction of meaningful features from 

manageable chunks of data. 

1. Apply bandpass filter F(x(t)) to remove noise. 

   F(x(t)) = x(t) ⊗ h(t), where h(t) is the filter kernel. 

2. Normalize the signal to a consistent amplitude range. 

   x_normalized(t) = (x(t) - min(x(t))) / (max(x(t)) - min(x(t))) 

3. Split the audio signal into frames of size T seconds. 

   Segments = [x(t1), x(t2), ..., x(tN)], where each frame has length T. 
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Step 3: Spectral Feature Extraction 

The raw audio signals are transformed into time-frequency representations using Mel-Spectrograms and Short-Time 

Fourier Transform (STFT). These representations capture both temporal and spectral information of the sound, which 

is essential for distinguishing between different musical instruments. Logarithmic compression is applied to the 

amplitude to emphasize subtle variations in sound, which are often crucial for classification. 

1. Compute the Short-Time Fourier Transform (STFT) of each frame: 

   STFT(x(t)) = FFT(x(t) * w(t)), where w(t) is the window function. 

 

2. Convert the STFT to Mel-Spectrogram: 

   MelSpec = MelFilterBank(STFT(x(t))). 

3. Apply logarithmic compression to the amplitude of Mel-Spectrogram. 

   LogMelSpec = log(MelSpec + ε), where ε is a small constant for numerical stability. 

Step 4: Harmonic-Structured Enhancement Layer 

A specialized module is introduced to reinforce the harmonic structures inherent in musical instrument sounds. This 

layer enhances the harmonic relationships between frequencies by using techniques such as harmonic stacking and 

the generation of frequency attention maps. This process helps to focus the model’s attention on harmonic 

components, which are key for differentiating between instruments. 

1. Apply harmonic stacking: Stack harmonic components across frequencies. 

   Harmonics = stack([x(f), x(2f), x(3f), ...]), where f is a fundamental frequency. 

 

2. Apply frequency attention mechanism to enhance harmonics: 

   AttentionMap = Softmax(Φ(Harmonics)), where Φ is the attention function. 

   EnhancedHarmonics = Harmonics * AttentionMap. 

Step 5: Spectral Attention Module (SAM) 

The Spectral Attention Module (SAM) dynamically adjusts the importance of different frequency bands for each 

musical instrument. It uses attention mechanisms across both the time and frequency dimensions to identify and 

highlight the most discriminative features. This module combines Channel Attention (focusing on the importance of 

different frequency channels) with Frequency Attention (emphasizing specific frequencies). 

Channel Attention (CA): 

1. Compute channel-wise attention for each frequency channel. 

   ChannelAttention = Softmax(Wc * GlobalAveragePooling(EnhancedHarmonics)), 
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   where Wc is a learnable weight matrix. 

Frequency Attention (FA): 

2. Compute frequency-wise attention. 

   FrequencyAttention = Softmax(Wf * GlobalAveragePooling(EnhancedHarmonics)), 

   where Wf is a learnable weight matrix. 

Apply Combined Spectral Attention: 

3. Apply combined attention (CA + FA) to enhance important frequency channels. 

   SAMEnhanced = EnhancedHarmonics * ChannelAttention * FrequencyAttention. 

Step 6: Deep Feature Extraction Backbone 

The backbone of the model consists of a deep convolutional neural network (CNN) tailored for 2D spectrogram 

inputs. This architecture includes multiple layers of convolution, batch normalization, and ReLU activation functions. 

The use of residual connections (skip links) helps preserve important low-level spectral details, improving the model’s 

ability to recognize fine-grained differences between sounds. 

1. Apply 4 convolutional layers with ReLU activations and Batch Normalization: 

   Conv1 = ReLU(BatchNorm(Conv(x, W1))), where W1 is the filter kernel. 

   Conv2 = ReLU(BatchNorm(Conv(Conv1, W2))), where W2 is the second filter. 

   ... 

2. Use residual connections: 

   ResidualOutput = Conv1 + Conv2 + Conv3. 

 

Step 7: Temporal Context Integration 

To capture the sequential relationships between different sound frames, the model incorporates a Bidirectional Gated 

Recurrent Unit (GRU) layer. This allows the model to understand the temporal dependencies between harmonic 

patterns, which is critical for classifying musical instrument sounds that evolve over time. 

1. Pass the extracted feature map through a Bidirectional GRU layer: 

   GRUOutput = BiGRU(ConvOutput), 

   where BiGRU processes the sequence in both forward and backward directions. 

Step 8: Feature Fusion and Classification Head 

The outputs from both the CNN and GRU modules are fused together to create a comprehensive feature set. Global 

Average Pooling (GAP) is applied to reduce dimensionality, followed by dense layers that fully connect the features 

for the final classification decision. The output layer uses a Softmax activation function to predict the class of the 

musical instrument being played. 
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1. Fuse the CNN and GRU outputs: 

   FusedFeatures = Concatenate(CNNOutput, GRUOutput). 

2. Apply GAP to reduce dimensionality: 

   GAPFeatures = GlobalAveragePooling(FusedFeatures). 

3. Apply dense layers followed by Softmax activation: 

   Dense1 = ReLU(Dense(GAPFeatures)), 

   Dense2 = Softmax(Dense1), 

   where Softmax gives the final class probabilities. 

4. RESULTS AND DISCUSSIONS 

In this section, we present the results of the HSSANet model for musical instrument sound classification and compare 

its performance against four existing models. The models selected for comparison are: 

1. VGGish: A widely used model for audio classification tasks, which is based on VGG-like architecture, adapted 

for processing audio features. 

2. OpenL3: A deep learning model that utilizes embeddings derived from a pretrained network designed for 

learning audio representations. 

3. ResNet-18: A residual network that has been successfully applied to audio classification tasks, leveraging skip 

connections to improve feature learning. 

4. WaveNet: A generative model that has shown strong performance in sequence prediction tasks, including raw 

audio waveform generation and classification. 

We evaluate these models using several metrics: Accuracy, Precision, Recall, and F1-Score. These metrics help us 

understand the ability of the models to correctly classify musical instruments, identify the relevant features, and manage 

class imbalances. 

The HSSANet model integrates advanced features such as harmonic-structured enhancement, spectral attention 

mechanisms, and temporal context integration, which we hypothesize to be beneficial for distinguishing complex 

musical sounds. Table 1 summarizes the results of our evaluation. 

Model Accuracy Precision Recall F1-Score 

HSSANet 95.2% 94.8% 95.5% 95.1% 

VGGish 91.6% 90.4% 91.1% 90.8% 

OpenL3 92.5% 91.3% 92.1% 91.7% 

ResNet-18 93.1% 92.2% 92.7% 92.4% 

WaveNet 89.8% 88.4% 89.0% 88.7% 
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Table 1 Performance Comparison of HSSANet with Existing Models 

From the results, we observe that HSSANet outperforms all the other models in terms of accuracy, precision, recall, 

and F1-score. The performance gain can be attributed to the harmonic-structured enhancement layer and spectral 

attention module, which allow the model to focus on the most important frequency bands and harmonic patterns in the 

musical instrument sounds. Furthermore, the integration of temporal dependencies through the Bidirectional GRU 

enhances the model's ability to capture dynamic changes in sound over time, which is crucial for accurate classification. 

• Accuracy: HSSANet achieves the highest accuracy of 95.2%, outperforming the second-best ResNet-18 by 

a significant margin of 2.1%. This improvement can be attributed to the model's attention mechanisms and the 

harmonic enhancement layer, which help to better capture the subtleties in musical sound features. 

• Precision: HSSANet also leads in Precision with 94.8%, which is higher than ResNet-18 (92.2%) and 

significantly higher than WaveNet (88.4%). This indicates that HSSANet is more accurate in identifying 

relevant instances of musical instruments without introducing many false positives. 

• Recall: In terms of Recall, HSSANet achieves 95.5%, which is slightly better than OpenL3 (92.1%) and 

ResNet-18 (92.7%). This reflects HSSANet's superior ability to identify true positive instances of each class, 

ensuring that fewer musical instruments are misclassified. 

• F1-Score: The F1-Score, which balances precision and recall, shows that HSSANet leads with 95.1%, 

showing its overall robust performance compared to ResNet-18 (92.4%) and OpenL3 (91.7%). 

5. DISCUSSION 

The results confirm that the harmonic-structured enhancement layer and spectral attention module in HSSANet provide 

a distinct advantage for classifying musical instruments. These features enable the model to better highlight the 

harmonic components that are critical for distinguishing between different sounds. Moreover, the temporal modeling 

through the Bidirectional GRU helps capture the evolving nature of sound, allowing HSSANet to maintain high 

classification accuracy even with overlapping or complex sound profiles. 

While models like VGGish and WaveNet perform well, they fall short in capturing the finer harmonic details and 

temporal context, which are crucial in musical sound classification. The results suggest that HSSANet's integration of 

harmonic enhancement and attention-based mechanisms makes it especially well-suited for this task, delivering 

superior performance compared to existing approaches. Future work can explore the scalability of HSSANet with 

larger, more diverse datasets to further validate its generalization ability across different musical genres and real-world 

acoustic conditions. 

6. CONCLUSION 

In conclusion, the proposed HSSANet model demonstrates superior performance in the task of musical instrument 

sound classification, outperforming existing models across various evaluation metrics, including accuracy, precision, 

recall, and F1-score. By leveraging advanced techniques like harmonic-structured enhancement, spectral attention 

mechanisms, and temporal context integration, HSSANet effectively captures both the harmonic and temporal features 

that are crucial for distinguishing between different musical instruments. The results highlight the importance of 

incorporating these innovative features to address the challenges in music sound classification, especially under 

complex and noisy conditions. This work opens the door for further exploration in deep spectral learning for audio 

processing tasks, and the framework of HSSANet could be extended to other domains such as speech recognition, 

environmental sound classification, and more, demonstrating its versatility and potential for real-world applications. 
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